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1
ULTRASONIC COMMUNICATION BETWEEN
DEVICES

BACKGROUND

Some mobile applications enable users to participate in
social activities where devices of users can communicate with
other devices that are physically close by. For example, users
may want to locate other users in the same physical location.
In another example, users may have taken some photos of
each other and may want to share their photos with each other.

SUMMARY

Implementations generally relate to ultrasonic communi-
cation between devices. In some implementations, a method
includes receiving a data signal, where the data signal is
transmitted and received in an indoor environment. The
method further includes demodulating the data signal based
on direct sequence spread spectrum.

With further regard to the method, in some implementa-
tions, the data signal has a pedestal component. In some
implementations, the data signal is ultrasonic. In some imple-
mentations, the demodulating of the data signal includes
immediately acquiring synchronization of the data signal
based on an approximated cross-correlation of a first symbol
of the data signal. In some implementations, the demodulat-
ing of the data signal includes: downconverting the data sig-
nal; approximating cross-correlation of the downconverted
data signal; and despreading the downconverted data signal.
In some implementations, the demodulating of the data signal
includes: downconverting the data signal; approximating
cross-correlation of the downconverted data signal; despread-
ing the downconverted data signal; and determining a fre-
quency uncertainty based on the approximated cross-corre-
lation. In some implementations, the demodulating of the
data signal includes: detecting a first symbol of the data
signal; partitioning the first symbol into a plurality of chunks;
and approximating cross-correlation of each chunk. In some
implementations, the demodulating of the data signal
includes: detecting a first symbol of the data signal; partition-
ing the first symbol into a plurality of chunks; and approxi-
mating cross-correlation of each chunk, where the approxi-
mating of the cross-correlation is based on a constant phase
over each chunk. In some implementations, the demodulating
of'the data signal includes: detecting a first symbol of the data
signal; partitioning the first symbol into a plurality of chunks;
approximating cross-correlation of each chunk; and deter-
mining a frequency uncertainty for a plurality of frequencies
based on the approximated cross-correlation. In some imple-
mentations, the demodulating of the data signal includes:
detecting a pedestal component in the data signal; correlating
the pedestal; and determining which phase to measure data
symbol wave correlations.

In some implementations, a method includes receiving a
data signal, where the data signal is transmitted and received
in an indoor environment. The method further includes
demodulating the data signal based on direct sequence spread
spectrum. In some implementations, the demodulating of the
data signal includes: downconverting the data signal;
approximating cross-correlation of the downconverted data
signal, where the approximating is based on partitioning of a
first symbol into a plurality of chunks and cross-correlating
each chunk; despreading the downconverted data signal; and
determining a frequency uncertainty based on the approxi-
mated cross-correlation.
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In some implementations, a system includes one or more
processors, and logic encoded in one or more tangible media
for execution by the one or more processors. When executed,
the logic is operable to perform operations including: receiv-
ing a data signal, where the data signal is transmitted and
received in an indoor environment; and demodulating the data
signal based on direct sequence spread spectrum.

With further regard to the system, in some implementa-
tions, the data signal has a pedestal component. In some
implementations, the data signal is ultrasonic. In some imple-
mentations, to demodulate the data signal, the logic when
executed is further operable to perform operations including
immediately acquiring synchronization of the data signal
based on an approximated cross-correlation of a first symbol
of the data signal. In some implementations, to demodulate
the data signal, the logic when executed is further operable to
perform operations including: downconverting the data sig-
nal; approximating cross-correlation of the downconverted
data signal; and despreading the downconverted data signal.
In some implementations, to demodulate the data signal, the
logic when executed is further operable to perform operations
including: downconverting the data signal; approximating
cross-correlation of the downconverted data signal; despread-
ing the downconverted data signal; and determining a fre-
quency uncertainty based on the approximated cross-corre-
lation. In some implementations, to demodulate the data
signal, the logic when executed is further operable to perform
operations including: detecting a first symbol of the data
signal; partitioning the first symbol into a plurality of chunks;
and approximating cross-correlation of each chunk. In some
implementations, to demodulate the data signal, the logic
when executed is further operable to perform operations
including: detecting a first symbol of the data signal; parti-
tioning the first symbol into a plurality of chunks; and
approximating cross-correlation of each chunk, where the
approximating of the demodulation is based on a constant
phase over each chunk. In some implementations, to demodu-
late the data signal, the logic when executed is further oper-
able to perform operations including: detecting a first symbol
of'the data signal; partitioning the first symbol into a plurality
of chunks; approximating cross-correlation of each chunk;
and determining a frequency uncertainty for a plurality of
frequencies based on the approximated cross-correlation.

BRIEF DESCRIPTION OF THE DRAWINGS

FIG. 1 illustrates a block diagram of an example modula-
tion system, according to some implementations.

FIG. 2 illustrates example graphs showing discrete pseud-
onoise code sequence and a sinc interpolation of the pseud-
onoise code sequence, according to some implementations.

FIG. 3 illustrates example graphs showing various sce-
narios of lag, according to some implementations.

FIG. 4 illustrates a block diagram of an example demodu-
lation, according to some implementations.

FIG. 5 illustrates an example simplified flow diagram for
processing ultrasonic communication between devices,
according to some implementations.

FIG. 6 illustrates an example simplified flow diagram for
demodulating ultrasonic communication between devices,
according to some implementations.

FIG. 7 illustrates an example graph showing a frequency
response and the target response, according to some imple-
mentations.

FIG. 8 illustrates graphs showing chunks, according to
some implementations.
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FIG. 9 illustrates a graph showing wrapping an acquisition
image, according to some implementations.

FIG. 10 illustrates example results showing a spectrogram,
according to some implementations.

FIG. 11 illustrates example results showing raw acquisi-
tion, according to some implementations.

FIG. 12 illustrates example results showing a normalized
acquisition, according to some implementations.

FIG. 13 illustrates example results showing blurred acqui-
sition, according to some implementations.

FIG. 14 illustrates a block diagram of an example server
device, which may be used to implement the implementations
described herein.

DETAILED DESCRIPTION

Implementations described herein provide ultrasonic com-
munication between devices. Implementations provide a
communication protocol for using direct sequence spread
spectrum (DSSS) to send data between devices. In various
implementations, the system uses DSSS to transmit data as
ultrasonic sound between audio devices. Implementations
apply across the vast majority of mobile devices such as
smartphones, tablets, laptops, etc. As described in more detail
below, implementations enable transmission of small
amounts of data payload (e.g., 20-bits to 144-bits, etc.) as
ultrasonic sound over short distances indoors. While some
implementations are described herein in the context of indoor
environments, these implementations also apply to outdoor
environments. Being based on DSSS, implementations are
highly robust to narrowband noise. Implementations also
enable communication in noisy, real-world environments,
and at moderate distances (e.g., 10 ft., etc.), where multiple
devices are trying to communicate. Implementations utilize
audio technology for co-presence, enabling users to know
whether two devices are collocated. Implementations enable
a device, by listening, to determine if a collocated device is
using audio, and whether the collocated device is using
DSSS.

Implementations described herein address the main chal-
lenges such as multiple propagation paths, reverberation,
interference, Doppler shift from relative motion between
devices, and hardware limitations of speakers and micro-
phones. For use on mobile devices, it is also desirable to
constrain computation and battery consumption.

In various implementations, a system receives a data sig-
nal, where the data signal is transmitted and received in an
indoor environment. In some implementations, the data sig-
nal has a pedestal component. In some implementations, the
data signal is ultrasonic. The system then demodulates the
data signal based on direct sequence spread spectrum. In
various implementations, to demodulate the data signal, the
system immediately acquires synchronization of the data sig-
nal based on an approximated cross-correlation of a first
symbol of the data signal.

In various implementations, to demodulate the data signal,
the system downconverts the data signal, approximates cross-
correlation of the downconverted data signal, and then
despreads the downconverted data signal. In various imple-
mentations, the cross-correlation is used on the downcon-
verted signal to detect and synchronize with the symbols.
Once the synchronization of the symbols is known, they are
demodulated to obtain the data. In some implementations, to
demodulate the data signal, the system detects a first symbol
of'the data signal, partitions the first symbol into a plurality of
chunks, and then approximates cross-correlation of each
chunk based on a constant phase over each chunk. In some
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implementations, to demodulate the data signal, the system
detects a pedestal component in the data signal, correlates the
pedestal and determines which phase to measure data symbol
wave correlations, and then determines a frequency uncer-
tainty for a plurality of frequencies based on the approxi-
mated cross-correlation.

The following describes implementation aspects of dis-
crete DSSS modulation in the discrete setting in terms of
sequences.

Continuous cross-correlation of two functions x(t) and y(t)
is denoted by [,

X Y= F}my(s+t)ds. W

Discrete sequences are denoted with subscripts, e.g., X,,.
Define analogously the discrete cross-correlation of two
sequences X, and y,, by

& 2)
k) = > T

m=—co

The continuous Fourier transform is denoted by “accent,
using the following normalization,

3(f):= f x(fre . ®

The following is a glossary of notations, which may apply
to implementations described herein.
c,, Discrete pseudonoise code sequence of period N
c(t) Sinc interpolation of ¢,, of period T
T, Duration of a chip, T/N
d”(t) Data wave encoding the kth symbol value, ke{0, . . .,
K}
f, Sinusoidal carrier frequency
h**% Highpass filter with cutoff {, for selecting the upper
sideband
T, The time of arrival or code phase
d, Doppler shift of the carrier frequency
b™"(t) Raw baseband signal
b(t) Filtered baseband signal b=h?"¥*p™
a(t,d) Modulated cross-correlation of ¢ and b
A Set of Doppler frequency offsets 8 considered in acqui-
sition
a"ormatized Normalized acquisition scores
The following describes a code sequence, which may apply
to implementations described herein. In various implementa-
tions, the system uses a fairly short pseudo-random code
sequence (e.g., 127 chips, or code bits), repeating once per
data symbol, and modulating its amplitude with orthogonal
waveforms to encode different symbol values (e.g., using 16
symbol values for data, 4 bits per symbol, plus one extra
symbol value as a framing symbol). Short pseudo-random
code sequences of around 100+ chips are unusual compared
to the more common use of 1000+ chips. In various imple-
mentations, using fewer chips (e.g., in the 100+ range)
decreases code synchronization search space, which is less
costly in computation.
The code sequence (c,,) is an N-periodic pseudorandom
sequence of +1 and -1 values. Each period may be mN=n<
(m+1)N one frame of the sequence. Since (x1)>=1, the opera-
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tion of pointwise multiplication by c,, is its own inverse (an
involution), ¢,-c,=1. There exist sequences of this type, e.g.,
generated with a linear feedback shift register, such that c is
nearly orthogonal to itself for all nonzero shifts modulo the
period,

N n=0 modN, 4

-1 n+0 modN.

N-1
(% 0), = D nCmin :{
"

=0

The following describes a data sequence, which may apply
to implementations described herein. In some implementa-
tions, let (d, ) be the data sequence, where each frame has zero
mean and represents one information symbol ke{0, . . .,
K-1}. To form this sequence, letd’, . .., d* be a set of (K+1)
orthogonal zero-mean length-N sequences, and set d,=d,*,
mN=n<(m+1)N, to encode symbol value k in the mth frame.

In various implementations, the system adds these
orthogonal sinusoid envelopes to a constant +1 pedestal in
order to make all-positive modulating amplitudes. In some
implementations, the pedestal is a steady code signal compo-
nent. In some implementations, the pedestal is modulated by
the carrier (but not by data) to which a data-modulated com-
ponent is added. In various implementations, the acquisition
process detects this pedestal component. As described in
more detail below, this optimizes synchronization. The
receiver looks for a strong correlation with the code sequence,
while ignoring the data modulation until synchronization is
achieved.

Of all the approximations and degradations from what an
optimal receiver would do, probably the biggest effect is
using more than half the transmit power for the pedestal. This
makes the synchronization easier and more robust than it
would be otherwise. Using the pedestal also avoids the need
for complicated “tracking” or phase-locked loops as do most
systems that try to operate near the edge of what’s theoreti-
cally possible.

With regard to encoding and decoding, the data sequenceis
spread with the code sequence by pointwise multiplication as

x,=c,(d,+1). )]

The offset by one is a pedestal that is used by the receiving
side to synchronize the frames. The frame phase is acquired
by locating large values in the cross-correlation with c,

(%), = ed)), [ +(c o), (6)

The second term is from equation 4 and the first term
c[J(c-d) is probably small because c is noise-like, and there-
fore the correlation c[Ix is N at n=0 mod N and small other-
wise. Once the frame phase is determined, the involution
property allows to recover the data payload by pointwise
multiplication with c,,

Cp¥=(C) > (d,+1)=d,+1. @)

Finally, in each frame, the information symbol k is decoded
as the largest inner product,

k= argr_nax(dj, c-x). (3)

J

In some implementations, with regard to incoherence of ¢
and c-d, to make precise that the above claim that c[J(c-d) in
equation 6 is probably small, the following shows a pointwise
bound.
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The following describes a theorem, which may apply to
implementations described herein. Model (c_n) as an infinite
aperiodic sequence of i.i.d. binary values equally likely to be
1 or -1. Suppose that (d,,) satisfies [12,,_,V"'d,,,,,,=0 for any
n=0 mod N. Then for n=0 mod N,

I(c*(cd)),1=0,
and for n=0 mod N,

©

Pll(c* (c-d) | zeN] = Zexp(—%szN/c], (19

where

— 1N7 d2
C_ﬁ,;) mn

is the average power of d over the period.

The following is a proof, which may apply to implemen-
tations described herein. For n=0 mod N, the result follows
from the assumption that d is zero-mean, =, _/~*c, 2d,, =0.
For n=0 mod N,

N-1
@*(g-d), = D, CnCrondin:

m=0

The expected value is zero since E[c,c,.+,]=E[c,.]
Elc,,+,]=0, and the mth summation term is either +d,,,,,
or -d,, . Applying Hoeffding’s inequality obtains the result

eN?
= EN] < 2exp| — o X
23 2,
m=0

§ Cm* Cman * dnen

m

{

For example with d =sin(2nkn/N) and N=127, the prob-
ability that d affects the correlation by more than N/4 is
bounded by 2 exp(-127/32)=~0.038.

The description above describes implementation aspects of
DSSS modulation in the discrete setting in terms of
sequences. The following description applies these concepts
to continuous time domain signals. The following also
describes implementations for communication using inau-
dible sound signals.

Intypical indoor environments, multiple propagation paths
from the broadcaster to the receiver are created by walls and
objects in the room, which interfere in complicated ways.
Compared to schemes like frequency shift keying (FSK),
DSSS resolves the signal’s time of arrival with much finer
resolution, corresponding distinct paths to distinct correlation
peaks. With DSSS signals, reflections tend to show up as
discrete correlation times, which can be utilized or one can be
used to decode the strongest path and ignore narrowband
interference such as reflections. Additionally, DSSS has a
large coding gain that enables decoding even at negative SNR
levels, and it is particularly robust to narrowband interfer-
ence. These properties enable the protocol to operate in mul-
tipath and noisy environments. While various implementa-
tions described herein deal with difficulties of indoor
environments, these implementations also work in the out-
door environments.
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As described in more detail below, in some implementa-
tions, for good inaudibility, the system uses single sideband
filtering to remove the lower part of the spectrum. In some
implementations, for reliability, the system performs acqui-
sition based on modulated cross-correlation computed
exhaustively over a large search domain, approximated using
chunks, which separates the computation over start time ver-
sus frequency shift. In some implementations, the system
performs an exhaustive search that provides a full acquisition
image, where the two dimensions are frame index versus
sample offset within the frame. As such, acquisition is ame-
nable to image processing techniques for robustly determin-
ing the synchronization. In some implementations, for low
latency, the system determines synchronization by an exhaus-
tive correlation over a finely sampled grid so that the signal is
immediately acquired, as opposed to conventional tracking-
type algorithms. In some implementations, the system may
denoise the acquisition image and analyze the acquisition
image leveraging various image processing techniques.

FIG. 1 illustrates a block diagram of an example modula-
tion system 100, according to some implementations. In some
implementations, modulation system 100 includes a linear-
feedback shift register (LFSR) 102 that generates a pseudo-
random code sequence. In various implementations, modula-
tion system 100 performs sinc interpolation 104 on the
pseudo-random bits of code sequence.

Modulation system 100 also includes a mixer 106 and a
sine wave generator 108. In various implementations, mixer
106 spreads a data signal 110 (labeled data wave 110 in FIG.
1) by multiplying data signal 110, a sine wave carrier gener-
ated by sine-wave generator 108, and the interpolated
pseudo-random code sequence. In various implementations,
an adder 112 adds a pedestal to data signal 110, which offsets
data signal 110 or data wave 110 by a constant offset (e.g., 1,
etc.). As a result, the data signal has a pedestal component.

Modulation system 100 also includes a single-sideband
modulation (SSB) highpass filter 114 that upconverts the data
signal. Modulation system 100 also includes a speaker 116
that outputs the data signal.

As described in more detail below, modulation system 100
implements a protocol that transmits data as sound. As such,
the data signal being transmitted is ultrasonic. In various
implementations, the amplitude-modulated code waveform
is modulated up to ultrasonic frequency by multiplying it by
a carrier sine wave. Further, it is optionally single-sideband
filtered. For example, in some implementations, the system
uses an 18.5 kHz carrier, and a code chip rate of 3 kHz. The
modulated spectrum occupies 17 to 20 kHz (and a bit more
with data modulation), which is inaudible to most humans yet
within the range of speakers and microphones of most mobile
devices. In various implementations, the single-sideband fil-
ter, if used, removes the lower sideband, leaving only fre-
quencies above the carrier, 18.5 to 20 kHz, which is what is
transmitted.

In various implementations, modulation system 100 trans-
mits a short token to establish co-presence between users’
cellphones or pair devices based on proximity. In contrast to
mediums such as Bluetooth and Wi-Fi, ultrasound does not
pass strongly through walls, making it well-adapted for co-
presence since the broadcaster and receiver are in the same
room. Data transmission using audible sound may be difficult
socially, since some people nearby might hear it may find it
distracting; and depending on the modulation scheme, it may
be offensive. Ultrasound avoids these problems by using a
spectrum outside the range of human hearing.

FIG. 2 illustrates example graphs 200 showing discrete
pseudonoise code sequence and a sinc interpolation of the
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8

pseudonoise code sequence, according to some implementa-
tions. The graph labeled ¢, shows a discrete pseudonoise code
sequence of period N. In some implementations, the code
sequence ¢, has a period N=127 and its sinc interpolation c(t).
The graph labeled c(t) shows a sinc interpolation of ¢, of
period T..

The following describes a continuous code signal setting,
which may apply to implementations described herein. In
some implementations, let T, be the duration of one symbol.
In various implementations, each time interval (Tm, T(m+1))
is one frame of the signal. The code sequence is sinc interpo-
lated to obtain a T -periodic bandlimited function c(t),

11
sin(n(z /T, — n)) an

N-1
v sin/T—n)
0= 2 T ‘ZC
nemee =0

nNsin(%([/Tc —n)).

The samples of ¢, are called chips, and T_:=T/N is the
duration of a chip where, N=127, T _=16/48000~333 ps, and
T~42 ms. The signal is bandlimited to 1f1<1/(2T ).

Note that after interpolation, the code signal is no longer
almost orthogonal to all translations of itself. The continuous
autocorrelation of the interpolated code signal is proportional
to the sinc interpolation of the discrete autocorrelation (equa-
tion 4):

(N + Dsin(rz/ T,) (12)

1 * =_1
i(c an=-1+ Nsin(xt /Ts)

Suppose that ¢ is transmitted with motion; then the receiver
observes a dilated version ¢. For motion less than £1 m/s, the
difference between the correlation c¢[J¢ and the autocorrela-
tion c[c is tolerable.

The following description involves data waves. In some
implementations, let d(t) be the data signal in the continuous
setting. Each length-T frame of d encodes one information
symbol k from an alphabet of size (K+1). Let k(m) be the
symbol encoded on the mth frame.

FIG. 3 illustrates example graphs 300 showing various
scenarios oflag, according to some implementations. In some
implementations, each graphs shows a lag in units of chips.
Thetop graph shows a scenario where there is no motion, with
continuous autocorrelation of the interpolated code signal
(c[e)(1). The middle graph shows a scenario with movement
toward at 1 nV/s, and the bottom graph shows a scenario with
movement away at 1 m/s. As shown in the middle and bottom
graph, € is ¢ dilated by £1 m/s motion (approximately £0.3%).
Lag 0 is defined as when the centers of ¢ and ¢ are aligned.

Aty =dg ()06 [T, T(m+1)). (13)
The data wave functions d°, . . . , & are orthogonal sinu-
soids of different frequencies

& (27 (14)
d (l‘):sm(T(4+k)t], k=0,... ,K, 1[0, T].

This choice of data waves is attractive to limit the used
spectral bandwidth and for continuity at the frame endpoints.
More generally, (d) could be a set of real zero-mean orthogo-
nal functions.



US 9,319,096 B1

9

Analogous to equation 5, the data signal is added to the
pedestal. In some implementations, the pedestal is a constant
offset by one, then multiplied pointwise with the code to
spread it:

c(t)(d(H)+1). 15)

In the frequency domain, equation 15 corresponds by the
convolution-multiplication property to &*d+&. The spectrum
d is spread by the spectrum &; and this is the “spread spec-
trum” characteristic for which DSSS is named.

The “+1” pedestal in equation 15 spends more than half of
the signal energy on a component that does not contribute to
distinguishing between data values, which may seem less
optimal in an information-theoretic sense. The pedestal, how-
ever, is optimal for synchronization. Without the pedestal, it
would be much harder (in reliability and computational
expense) to identify a good Doppler frequency and code
phase. The sacrificed pedestal energy enables efficient scor-
ing of all code phase and Doppler frequency combinations.

The following describes carrier modulation. In some
implementations, the spread signal (equation 15) is modu-
lated with a sine carrier sin(2ntf t) and highpass filtered,

KSB=pSBay x(D=sin(2nf.t)c(H(dD+1), (16)

where is highpass filter with cutoft f.. In various imple-
mentations, this shifts the signal spectrum up by f_ and keeps
only the upper sideband. The carrier frequency f. is selected
such that the number of carrier cycles per frame Tf, is an
integer (e.g., 783, etc.). In various implementations, since
(15) is real, the carrier-multiplied signal is Hermitian sym-
metric around f_ and can be highpass filtered without loss to
keep only the upper sideband above f.. Ignoring the data
wave, the bandwidth of x> is [{_,f +1/(2T)].

In some implementations, the system may perform crest
factor reduction to order to increase the signal energy below
the point of clipping. In some scenarios, equation 16 may
already result in a fairly low crest factor (on the order ot 3.5).
As such, crest factor reduction is optional.

The preceding has described how to encode a sequence of
symbols k(m). The following describes a token structure
involving a higher-level task of reliably transmitting a token
of'a small fixed-length amount of data. First, the beginning of
the token is marked with a “spacer” having symbol value K,
which is reserved for this use. The spacer is followed by the
data payload converted base-K to symbol values s, s, . . .,
s;-1€{0,...,K~1}.Last, as a limited form of error correction
coding, a parity symbol is appended whose value in {0, . . .,
K-1} is such that the sum of all token symbols modulo K is
zero. This sequence of symbols is repeated indefinitely:

hSSB

... Spacensy, Sy, « . ., sz—1,parity,spacer,sg,sy, - . .,
sz—1,parity,spacer,so,Sy, - .« , sz—1,parity, .. ..

The number of data symbols L is known to the decoder. In
most scenarios, one token is sufficient for recognition. Under
typical circumstances, three token repetitions are used, where
one of the three tokens will be sufficient for successful trans-
mission.

In various implementations, encoding is a computationally
light operation. The encoded symbols can be precomputed
and concatenated to form the token waves. In some imple-
mentations, full token waves may be precomputed and stored
on a device with no computation capacity that only needs to
broadcast a limited set of tokens. In some implementations, if
precomputed token waves are used, an arbitrary token may be
broadcast, where there are no changes to details of the encod-
ing scheme (e.g., sample rate, chip length, etc.)
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FIG. 4 illustrates a block diagram of an example demodu-
lation system 400, according to some implementations. In
various implementations, demodulation system 400 includes
a microphone 402, a multiplier 404, an h®*** filter 406, mul-
tipliers 408 and 410, and data correlators 412. In various
implementations, microphone 402 receives a data signal (e.g.,
data signal 110). Multiplier 404 multiplies the data signal
with a complex carrier to downconvert the data signal. The
h® filter 406 filters the downconverted data signal.

In various implementations, demodulation system 400
then approximates cross-correlation of the downconverted
data signal and uses the cross-correlation to detect and syn-
chronize with the symbols. In various implementations,
demodulation system 400 performs synchronization at mul-
tiple levels: carrier frequency and phase, code phase (e.g., at
what time does each symbol start), token phase (e.g., which
symbol is the framing symbol); and ultimately system 400
acquires the data. Note that the terms system 400 and
demodulation system 400 are used interchangeably.

After synchronization, multiplier 408 multiplies the down-
converted data signal by a code sequence to despread the data
signal. Multiplier 410 rotates the data signal into the real part
to provide zero on average in the imaginary part. In various
implementations, data correlators 412 correlate with rotating
phasors.

In various scenarios, the biggest challenge in developing
the protocol is synchronizing the locations of the frames on
the receiving side. The code phase of the signal is unknown
since there is no time synchronization with the broadcaster.
Additionally, relative motion (which is tolerated to some
extent with handheld devices) introduces Doppler shift,
which offsets the observed carrier frequency,

. _ n .. an
(perceived frequency) = (1 + m)(ongnal frequency),
mfs

where v is the relative velocity and 340 m/s is the approximate
speed of sound near sea level. Moreover, there is no assump-
tion that velocity is constant (the device users may be moving
about over the course of the transmission). As such, in some
implementations, system 400 continually estimates Doppler
effect.

Searching over all combinations of offsets in time and
frequency is a large space of possibilities to consider.
Demodulation system 400 avoids taking a long time to
acquire the signal. As such, unlike conventional lock-and-
track DSSS receivers, demodulation system 400 exhaustively
and concurrently evaluates all possibilities over a finely-
sampled grid. A brute force correlation with so many possible
signals would be too expensive, but an approximation
achieves this with more moderate computation.

FIG. 5 illustrates an example simplified flow diagram for
processing ultrasonic communication between devices,
according to some implementations. Referring to both FIGS.
4 and 5, a method is initiated in block 502, where demodula-
tion system 400 receives a data signal. In various implemen-
tations, the data signal is transmitted and received in an indoor
environment.

In block 504, demodulation system 400 demodulates the
data signal based on direct sequence spread spectrum
(DSSS). As described in more detail below, the demodulating
of'the data signal includes immediately acquiring synchroni-
zation of the data signal based on an approximated cross-
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correlation of a first symbol of the data signal. Various imple-
mentations for demodulating the data signal are described in
more detail below.

FIG. 6 illustrates an example simplified flow diagram for
demodulating ultrasonic communication between devices,
according to some implementations. Referring to both FIGS.
4 and 6, a method is initiated in block 602, where demodula-
tion system 400 downconverts the received data signal. In
some implementations, demodulation system 400 modulates
the received signal by the carrier frequency to downconvert to
complex baseband. In some implementations, demodulation
system 400 resamples the baseband signal to a lower sample
rate. Demodulation system 400 then applies a positive fre-
quency filter to remove noise. Example implementations of
the downconversion are described in more detail below.
Demodulation system 400 also despreads the downconverted
data signal.

The downconversion to complex baseband enables a sub-
stantial reduction in sample rate before continuing further
processing. In some implementations, demodulation system
400 may downsample by a predetermined factor, while leav-
ing plenty of samples per code chip. For example, with a code
chip length is 16 samples at 48 kHz, or 4 samples after
downsampling to 12 kHz, demodulation system 400 can mea-
sure timing with a resolution of ¥4 code chip, which is plenty.
This reduced sampling is a useful approximation for saving
computation.

Insome implementations, the whole signal is modulated up
to around a 18.5 kHz carrier, where there are about 780 carrier
cycles per symbol, which converts down to O cycles per
symbol, except for Doppler effect. With the Doppler effect,
there can be a rotation rate of up to 0.4% of 780 cycles, or plus
and minus 3 cycles, at the complex baseband. A complex
number can rotate in either direction, depending on the sign of
the velocity, or carrier frequency offset due to Doppler.

In step 604, demodulation system 400 performs code
acquisition. In some implementations, demodulation system
400 obtains acquisition scores during code acquisition. As
described in more detail below, demodulation system 400
approximates cross-correlation of the data signal. In various
implementations, demodulation system 400 performs the
approximating based on demodulation system 400 partition-
ing a first detected symbol into multiple chunks and cross-
correlating each chunk. In some implementations, demodu-
lation system 400 detects a first symbol of the data signal,
partitions the first symbol into multiple chunks, and approxi-
mates cross-correlation of each chunk.

In some implementations, demodulation system 400 com-
putes modulated cross-correlation with the code wave at
every combination of frame start translation and frequency
shift. In various implementations, demodulation system 400
determines frequency uncertainty for one or more frequen-
cies based on the approximated cross-correlation. Example
implementations of the code acquisition are described in
more detail below.

In step 606, demodulation system 400 normalizes acquisi-
tion scores. In some implementations, demodulation system
400 estimates the noise standard deviation from the average
acquisition magnitude, and divides by this to obtain normal-
ized acquisition scores. Example implementations of the nor-
malization of acquisition scores are described in more detail
below.

In step 608, demodulation system 400 processes the acqui-
sition image. In some implementations, demodulation system
400 obtains one score for each frame start, maximizing over
the frequency shift. Demodulation system 400 reshapes the
image to obtain the acquisition image. In some implementa-
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tions, demodulation system 400 applies image denoising
techniques for noise reduction. In some implementations,
demodulation system 400 may use any suitable dynamic pro-
gramming algorithm to track a best path coherently. Example
implementations of the processing of the acquisition image
are described in more detail below.

In step 610, demodulation system 400 identifies decoding
groups as long connected components with good scores.

In step 612, for each time in a decoding group, demodula-
tion system 400 despreads and demodulates the decoding
groups to extract the data wave, and to compute inner prod-
ucts to obtain confidences for the represented symbol.

In step 614, demodulation system 400 selects a symbol. In
some implementations, the system aggregates symbol confi-
dences over token repetitions, finds high-confidence combi-
nations of symbols that satisfy parity condition and have
exactly one spacer symbol.

The following describes down-conversion to baseband,
according to some implementations described herein.

Let y(t) denote the received signal, which may be modeled
as

YO=TWSSBHE ¢ (d+1))) (=10 )+1(2), (18)

where t0 is the code phase, ¢(t)=sin(2n(f.-d,)t) is the per-
turbed carrier with Doppler shift §,, and v(t) is additive chan-
nel noise.[]

In some implementations, the received signal is first modu-
lated to cancel the effect of the carrier up to the Doppler shift
;- To define the raw baseband signal,

B (e P, 1)

Modulation has the effect of shifting the spectrum down by
f_ so that the remaining modulation is d,. The signal spectrum
is in [0, 1/(2T,)], which is much lower than the input sample
rate. To save computation in subsequent processing, the raw
baseband signal is resampled to a lower rate (e.g., subsampled
by a factor of 15).
To remove the aliased spectrum at -2f_ and reduce out-of-
band noise, the raw baseband signal is filtered
b sy, (20)

where h***? is an 11-tap complex FIR filter with approxi-

mately unit gain over [0,1/(2T,)] and attenuating negative
frequencies <0 and higher frequencies £>1/(2T,). Let f, be
the sample rate of b. The filter is designed by truncating with
a sine window the impulse response of the target frequency
response

0 —-fhl2<f <=6, 2n
1 —5Sf5fknm,

_ fknot
1‘% o< f < fol2,

where £=1/(2T )+ and  is a small positive parameter.

FIG. 7 illustrates an example graph 700 showing a fre-
quency response and the target response, according to some
implementations. As shown, code spectrum contains a fre-
quency response of h®**? (thin line) and the target response
(thick line).

The following describes acquisition, according to some
implementations described herein. In some implementations,
for each code position, the system 400 evaluates every veloc-
ity. Each velocity receives a score, the “power” or squared
magnitude of the complex correlation. In some implementa-
tions, the system 400 selects a consistent sequence of symbol
times and frequencies.
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Having shifted the signal to baseband, the system 400
determines the code phase T, and Doppler offset §, of the
signal. To define the acquisition score, the square magnitude
of modulated cross-correlation,

a(t,8)=If e ()b (r+T)dt . (22)

This function is maximized over (t,d), which should be large
when synchronized at (t,+nT,, d,) and small otherwise.

Conventional DSSS receivers lock and track the carrier
phase and code phase. These algorithms search the (t,9)-
space efficiently, but have the disadvantage in that it takes
some time to acquire the signal. In various implementations,
because low latency is critical, the system 400 instead per-
forms the maximization as a brute force search, sampling a(<,
d) exhaustively over a grid of T and § combinations. This
allows synchronization to be achieved as soon as possible.

The code phase T is sampled densely at 12 kHz, and d over
a fixed set A of 17 test frequencies. Specifying a maximum
motion tolerance of 1 m/s, the maximum possible Doppler
shiftis about 54 Hz, or 2.35 cycles per frame. The system 400
samples these frequencies uniformly with a spacing of 0.3
cycles per frame, A={0, 0.3, 0.6, . . ., £2.4}. Note that in
these examples and others described herein, the actual values
will depend on the particular implementations.

While the primary effect of Doppler shift is an offset in the
perceived carrier frequency, it also compresses or dilates the
perceived duration of a frame. Relative motion ofup to +340/
(2N+1) m/s can be tolerated for a difference of less than half
a chip, and the difference in correlation is small (see FIG. 5).
For this reason, demodulation system 400 selects the code
sequence length to be N=127, which is fairly short compared
to typical lengths used in DSSS, so that the effect on the frame
duration of motion up to £340/(2-127+1)~x1.3 m/s can be
ignored.

Ignoring for the moment noise, filtering, and the contribu-
tion from the data signal d(t), the baseband signal is approxi-
mately

b(n) ~ e 0 (1 — 1), o = %e’“”(fc’JO)TO' @3
Substituting into equation 22 obtains

a(t,8)=If e 20 (e (trr—T0)dE . (24)
When 0=, it reduces to the squared autocorrelation

a(t,00)=0I(cCle)(t—=T0) 1. 25)

In various implementations, the result is large only when
1=T,+nT,. In the other dimension, setting T=t, obtains

26)

2
. fTSen"(&JO)’ d[‘ _ |cos(ﬂ(5 =60)7Ty)
0

(6 — o)

where the system 400 has approximated c(t)*>~1. When 8=,
the modulation factor varies in sign over the interval, so a(t,,
d)<a(ty,, 9,) from partial cancellation. Therefore, a(t, d) is
largest at (t,, d,).

FIG. 8 illustrates graphs 800 showing chunks, according to
some implementations. In various implementations, demodu-
lation system 400 partitions an interval of the data signal, or
code signal, into portions referred to as chunks 802. Graphs
800 include real and imaginary parts. While 16 chunks are
shown, the actual number of chunks will depend on the par-
ticular implementations. In various implementations,
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demodulation system 400 approximates the cross-correlation
as having a constant phase over each chunk. Graphs 800 show
a caricature of the chunked approximation of equation 27,
where the data signal, or code signal, includes chunks 802.
The modulation factor exp(i27dt) is approximated as having
constant phase over each chunk.

In various implementations, demodulation system 400
uses a code of a predetermined number of chips (e.g., 127
chips) that repeats once per symbol. Demodulation system
400 performs the approximation such that the stretching of
the N-chip code sequence (e.g., 127-chip code sequence) due
to Doppler velocity is negligible. As such, demodulation sys-
tem 400 considers all Doppler values with a single code
sequence correlation. For example, if the Doppler velocity is
0.4%, the stretch is plus or minus 0.5 code chips. If the code
sequence is aligned at the middle of the symbol, it will be off
by up to 0.25 chip at each end, or 1 sample, which will not
reduce the correlation very much. Various implementations
enable a decoder to handle motion on the order of 1 m/s,
enough to handle hand motions and some walking Actually,
1% of the speed of sound is 3.4 m/s, a running pace. A
comfortable walk is 1.4 m/s, which is about 0.4% of the speed
of sound.

Implementations, demodulation system 400 correlates
with rotating phasors that go through -3 to 3 cycles in a
symbol time, in increments of something like 0.25 cycle/
symbol, but that in itself would be expensive, with a symbol
being 127*4=508 samples long. As such, demodulation sys-
tem 400 effectively downsamples again, in the “despread”
domain where the signal bandwidth is lower, by converting
the 508 samples to 16 “chunks”. In some implementations, if
demodulation system 400 loses a bit of signal correlation for
high velocities, that will bias demodulation system 400 to
prefer lower velocities. This bias is still workable, as people
are usually not moving much, especially indoors.

In some implementations, demodulation system 400 may
enforce a stricter consistency criterion, accounting for the
interaction of frequency shift and timing offset from symbol
to symbol, using a dynamic-programming search.

Direct computation of equation 22 is prohibitively expen-
sive. If b is sampled with N samples per frame, it would cost
2NIAI complex multiplies for each time offset T. In some
implementations, demodulation system 400 approximates it
in the following way to make real-time decoding tractable. In
some implementations, demodulation system 400 partitions
the interval [0,T,] into M (e.g., M=16) chunks of length T /M
(or L/M samples), and, as indicated above, demodulation
system 400 approximates the cross-correlation as having con-
stant phase over each chunk,

) M-1 Tty 2 27
T 1y (R
a(r, &) ~ TZEWJW(M+7)IT:W b+ DD di| .
= "

The approximation amounts to computing M cross-corre-
lations with the L/M-sample code signal chunks and evaluat-
ing the summation for each 3. The cost is (L+MIAl) complex
multiplies for each T, a large reduction in computation. The
approximation error in evaluating the integral is bounded
proportionally to the number of cycles over the frame 18T,
times o/M>"2, where o is the standard deviation of b(t+t)c(t)
over the frame.

This approximation reduces the cost enough to make the
brute force search feasible. Though even with the approxima-
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tion, the majority of the receiver computation cost is comput-
ing modulated cross-correlations.

The following describes a theorem, which may apply to
some implementations described herein. In some implemen-
tations, the approximation error in evaluating the integral
with equation 27 is bounded as

uZmStf([)d[

=

(m+1)
M
n27r6M m+2 ﬁ f(l‘)dl‘

5.

AT

1 T ) 12 1 T
\/?MS/Z(TJO‘ |f (@) —pl dl] , where g = Tjo‘ f(ndz.

The following is a proof of the theorem above. The error
over one panel [0,T/M] is

1 TIM . TIM
— _‘f eanSrf([) dr— eméT/Mf f([)dl‘
T 0 0

1 I f”’” (emé(rﬂz%) _ em(,,,zf,)) f@)d
0

_ - em&(w
fo o sin(né([ - %)) o dil.

T
2

T

Since

fo T/Msin(né(t— %))dz =0,

the error is unaffected by a constant offset p to f(t). Applying
Cauchy-Schwarz obtains

E =< 2 ! 5—
T m et L )”f Hlz-

Since sin(x)zx-Y% x> for x=0, the argument of the square
root factor can be bounded as

=87
M3

T
M

1. T T 1 T 1, Ty
ﬁsm(nﬁﬁ) =< DT ﬁ(ﬂéﬁ — 8(ﬂéﬁ) ]=

Summing the error bounds over the panels yields the result,

AdVT %

78| T
Neyverd) Z 1 = bl 2y T ) =

1T 12
\/?Mm(? fo |f(l)—ﬂ|2dl] .

In some implementations, with M=16 and [8IT <2.4, the
error bound is

2.471
——— 0 =~ 0.0680.

643

This approximation reduces the cost and is sufficiently accu-
rate to make brute force search feasible. Though even with the
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approximation, the majority of the receiver computation cost
is in approximating modulated cross-correlations.

The following describes normalization, according to some
implementations described herein. In various scenarios, real
environments often have significant nonstationary noise
sound sources. The code signal is not exactly orthogonal to
itself, having a small amount of off-peak correlation, which
appears in the acquisition scores as an unwanted noise-like
component with power proportional to the signal power. To
combat these effects, the acquisition scores are normalized by
an estimate of the local baseband noise standard deviation.
Normalization also has the benefit that subsequent processing
is invariant to the scaling of the received signal, since scaling
the input proportionally scales the noise level.

Demodulation system 400 normalizes acquisition scores
by

@omalizd(z | 5y = o(7, 8) [ u(r), w = Womaize *Z a(-, o), (28)

seA

where h"*"™##¢ i5 a recursive lowpass filter with Z-transform

@29

2
promalize ) — -
(2 zd(l_pz,l) ,

This filter is used to compute p(t), a local estimate of the
mean value ofa(t,d). Since the mean of ais proportional to the
standard deviation of the baseband noise, the normalization
(equation 28) scales noise in a locally-adaptive manner to a
consistent level.

The following describes image-based acquisition, accord-
ing to some implementations described herein. In some
implementations, observing the T -periodic structure of the
signal, a useful representation of acquisition is to maximize
over frequency as a function of T, then wrap the result into an
image

All, @) = maxa””""al‘”d(zT +¢,0),ieZ, ¢e(0,Ty), (30)

where i is the frame index and ¢ is the phase within the frame.
Due to the circular ambiguity of phase, the top and bottom
image boundaries are arbitrary and should be interpreted as
wrapping to the adjacent column according to one-dimen-
sional order.

T,-periodic structures appear as horizontal features in this
image. If a""™@%ed(x, ) is large, then it is likely that a(t,+iT,)
are also large, appearing in A as a ridge of large values (i, ¢),
$,=T, mod T,. Thanks to the code signal’s finely localized
autocorrelation, the peak of this ridge is sharply defined with
a main lobe width of T (=333 ps).

In some implementations, the acquisition image is
denoised by applying a 2D box blur filter. This two-dimen-
sional filtering aggregates scores across different frames
based on the assumption of the signal’s periodic structure. In
addition to suppressing noise, filtering has the effect of bridg-
ing small gaps to form connected ridges of large values.

FIG. 9 illustrates a graph 900 showing wrapping an acqui-
sition image, according to some implementations. In various
implementations, image values below a threshold are set to
zero. The resulting image is very sparse, with surviving non-
zeros corresponding (hopefully) to the signal. The nonzero
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pixels tend to form horizontally-oriented ridges. Each ridge
corresponds to a propagation path from the broad-caster to the
receiver. The ridge length and average pixel magnitude indi-
cate the strength of the path. Paths that travel further (due to
reflections) have longer delay, appearing as ridges with
greater frame phase. A nonzero slope in the ridge indicates
Doppler shift.

These ridges, being sharply defined, enable demodulation
system 400 to distinguish distinct paths as distinct lines,
enabling reliable decoding in real environments with multiple
paths. This ability to separate multiple paths is the main
advantage of DSSS over other modulation schemes.

If no nonzeros survive, it indicates that no usable signal
was heard for decoding, which can be used as a simple deci-
sion rule for whether a broadcast is active.

The following describes despreading and demodulation,
according to some implementations described herein. The
remaining nonzero locations in the acquisition image are
mostly times that correspond to frames in the signal. What
remains is to despread and demodulate the data waves from
these frames to decode the token.

The crest of each ridge is identified by finding the point
with maximal score in each contiguous run of nonzeros.
These points are clustered into decoding groups. Each point
in a decoding group, corresponding to a particular frame start
time T, is used to determine symbol score values for that
frame. Demodulation system 400 still needs to select the best
phase L to go with the frame to rotate the complex samples to
a real baseband signal to decode.

In various implementations, demodulation system 400
detects the pedestal component in the data signal and corre-
lates the pedestal. Demodulation system 400 then uses the
pedestal correlation to determine which phase to measure the
data symbol wave correlations. Demodulation system 400
then determines which phase to measure data symbol wave
correlations.

Demodulation system 400 uses the phase that maximizes
the mean of the real component, using the pedestal correlation
to determine the phase:

g(n) = &7 (Dbt + 1) (31)

u= %fq(t)dt

__H
7=74
[l
si =(Relg), "), k =0, ... , K.

The first line despreads and demodulates to extract the data
wave plus pedestal (1+d) up to complex scale factor. The
next two lines correct the phase so that the average phase is
real and positive. The last line computes inner products with
the data waves to obtain a symbol score for each possible
symbol value k. The symbol score s, is the confidence that the
symbol inthis frame is k. The Doppler offset d is locally tuned
by maximizing the modulated cross-correlation over an
extended frame, though it might be determined using the
acquisition scores computed earlier.

Demodulation system 400 correlates the real samples in
each (phase adjusted) symbol interval with the symbol wave-
forms (e.g., using 17 orthogonal sinusoids) to get the symbol
scores. At that point, demodulation system 400 selects the
best scoring symbol at each position, or does a more elaborate
soft-decision error-correcting-code decoding. Demodulation
system 400 performs a simple version of the latter, using the
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constraint of one extra parity-check symbol, to pick a few
most likely symbol sequences (or token values).

A simple decoding algorithm would be to select the largest
score as the decoded symbol value,

k* = argminsy. (32)
&

However, to take advantage of token repetitions, the inner
products are tabulated and combined in the next step for noise
reduction.

The following describes symbol selection, according to
some implementations described herein. To aggregate over
token repetitions, the scores s, are tabulated for symbol value
at each decoding time. As there may be multiple token rep-
etitions, scores modulo the token period are added. The (i,j)th
entry in the resulting table represents the confidence that the
jth symbol in the token has symbol value i. The scores are
thresholded and normalized such that each column has unit
sum. The nonzeros of the resulting table describe decoded
token candidates. The token candidates (equation 4) having
the largest summed score; and valid spacer and parity are
identified and returned as the decoding result.

FIGS. 10 through 13 illustrate example decoding results
based on 48 kHz SSB. FIG. 10 illustrates example results
1000 showing a spectrogram, according to some implemen-
tations. FIG. 11 illustrates example results 1100 showing raw
acquisition, according to some implementations. FIG. 12
illustrates example results 1200 showing a normalized acqui-
sition, according to some implementations. FIG. 13 illus-
trates example results 1300 showing blurred acquisition,
according to some implementations.

In some implementations, the demodulation may use a
state machine for helping resolve communications among
multiple devices. In some implementations, the state machine
uses a strategy that is to listen first, and only transmit if no
other device is detected to be transmitting. It is still possible
for several devices to start at about the same time, and not be
able to hear each other. For example, it is difficult for one
device to hear another device when the former device is
broadcasting, as the microphone signal will be dominated by
what the device is sending out over its speaker, thereby mask-
ing the signal coming from other devices). Since collisions
are possible, the state machine controls a strategy for how
long to listen, how long to transmit, what to do after you stop,
etc.

Implementations described herein may have various appli-
cations. For example, a token is broadcast to the nearby
devices based on DSSS modulation. In some implementa-
tions, the data is encoded using a DSSS, which may be similar
to techniques used by global positioning system (GPS) satel-
lites.

FIG. 14 illustrates a block diagram of an example server
device 1400, which may be used to implement the implemen-
tations described herein. For example, server device 1400
may be used to implement the modulation system or demodu-
lation system 400 described herein, as well as to perform the
method implementations described herein. In some imple-
mentations, server device 1400 includes a processor 1402, an
operating system 1404, a memory 1406, and an input/output
(I/0) interface 1408. Server device 1400 also includes a net-
work engine 1410 and a communication application 1412,
which may be stored in memory 1406 or on any other suitable
storage location or computer-readable medium. Communica-
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tion application 1412 provides instructions that enable pro-
cessor 1402 to perform the functions described herein and
other functions.

For ease of illustration, FIG. 14 shows one block for each
of'processor 1402, operating system 1404, memory 1406, 1/O
interface 1408, network engine 1410, and communication
application 1412. These blocks 1402, 1404, 1406, 1408,
1410, and 1412 may represent multiple processors, operating
systems, memories, [/O interfaces, network engines, and
media applications. In other implementations, server device
1400 may not have all of the components shown and/or may
have other elements including other types of elements instead
of, or in addition to, those shown herein.

Implementations described herein provide various ben-
efits. For example, implementations provide a protocol for
ultrasonic sound communication using DSSS modulation.
Implementations provide a system that is practical, reliable
and efficient. Implementations utilize a pedestal added to the
data waves, which enables robust and efficient synchroniza-
tion. Implementations compute a brute force correlation over
a grid of combinations of Doppler shifts and code phases, and
a piecewise-constant approximation is used to enable this
with more moderate computation. Implementations provide
quick synchronization and can transfer small amounts of data
in noisy and multipath environments.

Although the steps, operations, or computations may be
presented in a specific order, the order may be changed in
particular implementations. Other orderings of the steps are
possible, depending on the particular implementation. In
some particular implementations, multiple steps shown as
sequential in this specification may be performed at the same
time. Also, some implementations may not have all of the
steps shown and/or may have other steps instead of, or in
addition to, those shown herein.

While demodulation system 400 is described as perform-
ing the steps as described in the implementations herein, any
suitable component or combination of components of
demodulation system 400 or any suitable processor or pro-
cessors associated with demodulation system 400 may per-
form the steps described.

Although the description has been described with respect
to particular embodiments thereof, these particular embodi-
ments are merely illustrative, and not restrictive. For example,
numerous example implementations have been described
with various specific parameter values. Such values are
example values for illustrative purposes, and actual values
will depend on the particular implementations. Concepts
illustrated in the examples may be applied to other examples
and implementations. For example, while various implemen-
tations described address difficulties of indoor environments,
these implementations and others also apply in outdoor envi-
ronments.

Features under a single heading need not be implemented
in same implementation together. Also, features under difter-
ent headings may be used together from implementations
described under other headings.

Note that the functional blocks, methods, devices, and
systems described in the present disclosure may be integrated
or divided into different combinations of systems, devices,
and functional blocks as would be known to those skilled in
the art.

Any suitable programming languages and programming
techniques may be used to implement the routines of particu-
lar embodiments. Different programming techniques may be
employed such as procedural or object-oriented. The routines
may execute on a single processing device or multiple pro-
cessors. Although the steps, operations, or computations may
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be presented in a specific order, the order may be changed in
different particular embodiments. In some particular embodi-
ments, multiple steps shown as sequential in this specification
may be performed at the same time.

A “processor” includes any suitable hardware and/or soft-
ware system, mechanism or component that processes data,
signals or other information. A processor may include a sys-
tem with a general-purpose central processing unit, multiple
processing units, dedicated circuitry for achieving function-
ality, or other systems. Processing need not be limited to a
geographic location, or have temporal limitations. For
example, a processor may perform its functions in “real-
time,” “offline,” in a “batch mode,” etc. Portions of processing
may be performed at different times and at different locations,
by different (or the same) processing systems. A computer
may be any processor in communication with a memory. The
memory may be any suitable data storage, memory and/or
non-transitory computer-readable storage medium, including
electronic storage devices such as random-access memory
(RAM), read-only memory (ROM), magnetic storage device
(hard disk drive or the like), flash, optical storage device (CD,
DVD or the like), magnetic or optical disk, or other tangible
media suitable for storing instructions for execution by the
processor. The software instructions can also be contained in,
and provided as, an electronic signal, for example in the form
of software as a service (SaaS) delivered from a server (e.g.,
a distributed system and/or a cloud computing system).

What is claimed is:

1. A method comprising:

receiving a data signal, wherein the data signal is transmit-

ted and received in an indoor environment; and

demodulating the data signal based on direct sequence

spread spectrum, wherein the demodulating of the data

signal comprises:

detecting a first symbol of the data signal;

partitioning the first symbol into a plurality of chunks;

approximating cross-correlation of each chunk, wherein
the approximating is based on the partitioning of the
first symbol into the plurality of chunks;

downconverting the data signal; and

despreading the downconverted data signal.

2. The method of claim 1, wherein the data signal has a
pedestal component.

3. The method of claim 1, wherein the data signal is ultra-
sonic.

4. The method of claim 1, wherein the demodulating of the
data signal further comprises immediately acquiring synchro-
nization of the data signal based on the approximated cross-
correlation of the first symbol of the data signal.

5. The method of claim 1, wherein the data signal has a
pedestal component, and wherein the pedestal component
offsets the data signal by a constant offset.

6. The method of claim 1, wherein the approximating of the
cross-correlation is based on a constant phase over each
chunk.

7. The method of claim 1, further comprising determining
afrequency uncertainty for a plurality of frequencies based on
the approximated cross-correlation.

8. The method of claim 1, wherein the demodulating of the
data signal comprises:

detecting a pedestal component in the data signal;

correlating the pedestal; and

determining which phase to measure data symbol wave

correlations.
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9. A system comprising:

one or more processors; and

logic encoded in one or more tangible media for execution
by the one or more processors and when executed oper-
able to perform operations comprising:

receiving a data signal, wherein the data signal is transmit-
ted and received in an indoor environment; and

demodulating the data signal based on direct sequence
spread spectrum, wherein the demodulating the data
signal comprises:
detecting a first symbol of the data signal;
partitioning the first symbol into a plurality of chunks;
approximating cross-correlation of each chunk, wherein

the approximating is based on the partitioning of the
first symbol into the plurality of chunks;

downconverting the data signal; and
despreading the downconverted data signal.

10. The system of claim 9, wherein the data signal has a

pedestal component.
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11. The system of claim 9, wherein the data signal is
ultrasonic.

12. The system of claim 9, wherein, to demodulate the data
signal, the logic when executed is further operable to perform
operations comprising immediately acquiring synchroniza-
tion of the data signal based on the approximated cross-
correlation of the first symbol of the data signal.

13. The system of claim 9, wherein the data signal has a
pedestal component, and wherein the pedestal component
offsets the data signal by a constant offset.

14. The system of claim 9, wherein the approximating of
the cross-correlation is based on a constant phase over each
chunk.

15. The system of claim 9, wherein the logic when executed
is further operable to perform operations comprising deter-
mining a frequency uncertainty for a plurality of frequencies
based on the approximated cross-correlation.
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